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2. REH
2.1. Asterisk TD T HO U RERTEHI:

SIP R#52 &(200 ~ 201)&SIP RS2 D4l
(1 =—%:0000123456 , /XA —K:password, 75{E5E DID: 0312345678,0312123434 &
FI{EEFEE S 0312123434, 0312345678, login server : D HE)

&1 5L DID :“0312345678" DIFE LR F S D 200 (ZFESE S,
EIE5E DID :“0312123434” DI ELRBHF S D 201 [(TFESE S,
IHARDES 200 MoFRIETHEZIERIEBEF (20312345678 " EL TRIESE S,
IHMARDES 201 MoRIETHEZFERIEBTEF (20312123434 % EL TRIESE S,

[general]

allowguest=no
maxexpirey=3600
defaultexpirey=3600 port=5060
bindaddr=0.0.0.0
srvlookup=yes

disallow=all

allow=ulaw

language=jp

register =>0000123456:password@siptr

[siptr] type=friend
username=0000123456
secret=password
context=inbound
canreinvite=no

host=
insecure=port,invite
disallow=all

allow=ulaw

[200]

type=friend
username=200
secret=200pass
host=dynamic
context=outbound-1

[201]

type=friend
username=201
secret=201pass
host=dynamic
context=outbound-2



2. EH

[general]
writeprotect=no
priorityjumping=yes

[inbound]

;exten => E{E4E DID, 1, Dial(SIP/EIEEMEEES,120,t)
;exten => 751§ %t DID, 2,Congestion

;exten => 7&{E 4t DID, 102,Busy

exten => 0312345678, 1, Dial(SIP/200,120,t)
exten =>0312345678, 2,Congestion
exten => 0312345678, 102,Busy

exten => 0312123434, 1, Dial(SIP/201,120,t)
exten =>0312123434, 2,Congestion
exten =>0312123434, 102,Busy

;[outbound]

;exten => 0., 1,Set(CALLERID(num)= FHEFES)
;exten => 0., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
;exten => 0., 3,Congestion

;exten => _0.,103,Busy

[outbound-1]

exten => 0., 1,Set(CALLERID(num)=0312345678)
exten => 0., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
exten => 0., 3,Congestion

exten => _0.,104,Busy

exten=>_1., 1,Set(CALLERID(num)=0312345678)
exten => 1., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
exten => 1., 3,Congestion

exten => _1.,104,Busy

exten => _ XXX, 1,Dial(SIP/S{EXTEN},120,T)
exten => _ XXX, 2,Congestion
exten => _ XXX, 102,Busy

[outbound-2]

exten => 0., 1,Set(CALLERID(num)=0312123434)
exten => 0., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
exten => 0., 3,Congestion

exten => _0.,104,Busy

exten=>_1., 1,Set(CALLERID(num)=0312123434)
exten => 1., 2,Dial(SIP/S{EXTEN}@siptr,120,T)
exten => 1., 3,Congestion

exten => _1.,104,Busy

exten => _ XXX, 1,Dial(SIP/S{EXTEN},120,T)

exten => _ XXX, 2,Congestion
exten => _ XXX, 102,Busy

MXXXITRIRHTBZERLES (=341). RIRHTBNRA DB S FFBL TSN,



2. EH

2.2. Asterisk TD FIL—FZ EIZRIRHESEHEZHIET S

R TE B :

TIW—T1DONRFEEEIT RFEFERZ2EHEICHIERT 5,
TIW—T2050 R FEEEIT RFEFERZEIEHEICHIRT 5,

5] B A 55 4
=71 AR

EREES

B B 55 4
I—T2: AR

BRES

SIP F52%9 1 =—%: 00001234567
SIP H—/\:

[general] allowguest=no
maxexpirey=3600
defaultexpirey=3600
context=extd

port=5060
bindaddr=0.0.0.0
srvlookup=yes
disallow=all

allow=ulaw

language=jp

register=>00001234567:password@

[00001234567]
type=friend
username=00001234567
secret=password

host="

insecure=port,invite
context=inbound

2
201 ~ 202
03-1234-5678

3
301 ~ 302
03-1212-3434

/00001234567
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; TI—T1 AR

[201]

type=friend
context=groupl outbound
username=201
secret=password
host=dynamic

[202]

type=friend
context=groupl outbound
username=202
secret=password
host=dynamic

; TIV—T2R%

[301]

type=friend
context=group2_outbound
username=301
secret=password
host=dynamic

[302]

type=friend
context=group2_outbound
username=302
secret=password
host=dynamic



2. EH

[general]
writeprotect=no
priorityjumping=yes

; FrRILHIROBI GEE)

[inbound]

; TI—1

exten => 0312345678, 1,NoOp(EXTEN: S{EXTEN})

exten => 0312345678, 2,Set(GROUP(CALLS)=GROUP1)

exten => 0312345678, 3,5et(CURRENTCALLS=S{GROUP_COUNT(GROUP1@CALLS)})
exten => 0312345678, 4,Set(MAXCALLS=2)

exten => 0312345678, 5,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}]?Hangup)
exten => 0312345678, 6,Dial(SIP/201&SIP/202,120)

exten => 0312345678, 7,Congestion

exten =>0312345678,106,Busy

; T—>72

exten => 0312123434, 1,NoOp(EXTEN: S{EXTEN})

exten => 0312123434, 2,Set(GROUP(CALLS)=GROUP2)

exten => 0312123434, 3,Set(CURRENTCALLS=S{GROUP_COUNT(GROUP2@CALLS)})
exten => 0312123434, 4,Set(MAXCALLS=3)

exten => 0312123434, 5,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}]?Hangup)
exten => 0312123434, 6,Dial(SIP/301&SIP/302,120)

exten => 0312123434, 7,Congestion

exten =>0312123434,106,Busy



2. EH

; FrRILHEIROH (F{E)

; T I—71

[groupl_outbound]

exten =>_0., 1,Set(CALLERID(num)=0312345678)

exten => _0., 2,Set(CALLERID=GROUP1)

exten =>_0., 3,Set(GROUP=GROUP1)

exten => _0., 4,5et(CURRENTCALLS=${GROUP_COUNT(GROUP1@CALLS)})
exten =>_0., 5,Set(MAXCALLS=2)

exten =>_0., 6,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}] | Hangup)
exten => _0., 7,Dial(SIP/S{EXTEN}@0001234567,120)

exten => 0., 8,Congestion

exten =>_0.,106,Busy

exten => _1., 1,Set(CALLERID(num)=0312345678)

exten => _1., 2,Set(CALLERID=GROUP1)

exten => _1., 3,Set(GROUP=GROUP1)

exten => _1., 4,Set(CURRENTCALLS=${GROUP_COUNT(GROUP1@CALLS)})
exten =>_1., 5,Set(MAXCALLS=2)

exten => 1., 6,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}] | Hangup)
exten => _1., 7,Dial(SIP/S{EXTEN}@0001234567,120)

exten => 1., 8,Congestion

exten =>_1.,106,Busy

exten => _ XXX, 1,Dial(SIP/S{EXTEN},120,T)
exten => _ XXX, 2,Congestion
exten => _ XXX, 102,Busy

; T I—22

[group2_outbound]

exten =>_0., 1,Set(CALLERID(num)=0312123434)

exten =>_0., 2,Set(CALLERID=GROUP2)

exten =>_0., 3,Set(GROUP=GROUP2)

exten =>_0., 4,5et(CURRENTCALLS=${GROUP_COUNT(GROUP2@CALLS)})
exten =>_0., 5,Set(MAXCALLS=3)

exten => _0., 6,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}] | Hangup)
exten => _0., 7,Dial(SIP/S{EXTEN}@0001234567,120)

exten => 0., 8,Congestion

exten =>_0.,106,Busy

exten => _1., 1,Set(CALLERID(num)=0312123434)

exten => _1., 2,Set(CALLERID=GROUP2)

exten => _1., 3,Set(GROUP=GROUP2)

exten => _1., 4,Set(CURRENTCALLS=${GROUP_COUNT(GROUP2@CALLS)})
exten =>_1., 5,Set(MAXCALLS=3)

exten => 1., 6,Execlf(S[S{CURRENTCALLS} > S{MAXCALLS}] | Hangup)
exten => _1., 7,Dial(SIP/S{EXTEN}@0001234567,120)

exten => 1., 8,Congestion

exten =>_1.,106,Busy

exten => _ XXX, 1,Dial(SIP/S{EXTEN},120,T)
exten => _ XXX, 2,Congestion
exten => _ XXX, 102,Busy
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2.3. Trixbox TDTF A MREH :
23.1. 1=—%5 BEH

trlx e Kuto Answas Extonsions ACTD i UAE Raporiing Status

cusfomer wallings  network  link server  reset segpver  dial plan wche cads  wvolp i-lllﬂl.oI

Cpliony

(j} “Your frixbeo: Pro nietweork may fol Ee configunsd 1o work with SIP or LA Vol providérs. [ learn more |

Watch a video demanstration of adding a VialP trunk! G"

Walcorme to your VolP Accounts area, From this soreen you will be ableto see your existng VolP
Becounts as well a5 add new VolP Accounts - now of type SIP or 1Ax21

Update YolP Account

Route Hame' |mme——i

Provider' |Othe viee w

Username’ |""""-' "

Ruglrber’ | L i

Password' [0008888e

[l Advanced

Eapier [_1._._

| Updste VolP Account |

Showing 1 YolP Account
Delete Name Provider
u g i "m other

Direction Type Host Status
both slp Voip e g g | Repisbered

> F AN —/N\—|ZLP AN —30FBa=—5

i!\}

Oy 44— <

2: 2=—9 B&REH

10
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2.3.2. BEEES -1 —Y—PBX NIEEREH

trlx At alinswer Exl&nsions ACD FUAE Pl o o 1 kil Statiis Diptiana

pliones  wlld extonsion  view sxtensions phone nimbers  groips ¢'
¥ phone numbers deleted.

Watch a video demaonstration of this pagal g’
Any phone number used by tnxbox Pro must be added to the table below, Thesa phona numbaers aré used in many places
such as for Caller-1D and DIDs (Direct Inward Dials).
Number’ i Ty pc’ e DE'II:I'“FHDI}! E Yo rl‘l'r’ Ll prim ar," - O

Hotat Te add & vang i B

Showing 2 Phone Numbers

pel.  Primary Phone Number Type Ext. MName Description Verified Edit

[:': 03 " R ValP E001  network . no =
0 [N R B | ValpP S00Z  hetwork Ao =
Ll check all

Delaie Checked

TEEEEE 03-1234-5678 [=. FN$E 5002 £5&5E
TBEEHE 03-1212-3434 (=, A& 5001 £E_5E

vV

3. BERE -1 —Y—PBX REREREH

11
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2.3.3. 1—H—PBX R DR EH

trlx E Aarlo s el Extonisions ACD ' UARE Raporting sS4t Cptions

phinnes  adil extandion view extensions phane nambers  gioups ©

Extension Options

Extension Mumber' [LpEin | Ring Type' [Feneien W

Yiewing Extension: 5001

B:!rﬂpﬁonr | Ring Seconds’ 0 seconds L

First J Lost Mame' = [oms [k call Forwarding’ Ak bt w

Web Username’  [se e Department” = Horm — o

Web Password’ (8088 888S80S Queue Auto-logof’ dinabhed ¥

Employee Emall’ | Quewe Ignare-if-busy”  yes & o O

Instant Messenger’ | Queue Pud Required”  yes & pe O
Employes Mabile’ | In Mame Directory” ves B o O

Mobile SMS Email’ | — Seect — | In Company Directary yer @ o O

—  Inbound Phone Ho,! [FEeeeem In Blast Group® yes ) no @
— Outhound Caller-1D7  [eee—— - In HUDT  yes @ ne O
Phones / Devices' | -SF/SCFTPHIRECE (500 ) ¥ voicemail Enabled” yes & no O

Volcemall Settings Advanced Settings
Voicemail ﬂnn‘ s s N*T1‘ Im@thlli'i L 4

Yoicemall Password” [#88® o L oTMF Mode” [rmesi et v
Yolcemail Emallr | I}uull‘lr"‘ L) E' no D
vaicemail Pager Emalf" | Duisiie F‘Fﬂ‘ll“ﬂ-ll’.t!ﬂ!? LR D 1] @
Email .M;tm:hrnantf} V&S ':- na 5." Hu]lee Queue I:ulls} FEE ':" ng C'?'
pelete When Emailed” ves 0 pa @ Private Extension’ yes O ne &
Enable qulﬁulurnr yes "E‘ na ':" ¥isual-only Es'.'ln.-l'p:h:lnd"I yes e
Enable Callout’ yAE O pe @ SIP Password . |

RIEEEE
&{E5 DID

A 4

v

4: 1—H—PBX NG00 DERSE

FE{E5 DID“0312123434” IZ5BEL=&Z(Z, R#R 5001 ZIEUNHE T,
MR 5001 MOFKIET HEFTHKIEEFFIC0312123434"#HELTHIESED




2. EH

2.3.3. 1—H—PBX R DR EH

trix

First / Last Name’
web Username’
Web Password’
Employee Email’
Instant Messenger?
Employee Mobile®

Mobile 5MS Email’

— _Inhound Phone No.’

o _Nutbound Caller-1D’

Phones f Devices’®

AutoAnswer

Extensions

ACD

UAE

Reporting

Status

Gptions

phones add extension view extensions phone numbers gloups'g’

Yiewing Extension: 5002
Extension Number’ I )

Description? |

|as‘i|e—2

Ine tworks

iagilen etwarks

| — Select — |

i DG4-500H5E (EOE) %
I 0G4-590-0035 v

| —SIF/SOFTRHONEDDE (5008 )

Ring Trpe?

Ring Seconds’

call Forwarding’

Department?

Queue ﬂ.uto—logoff?

Queue Ignure—if—husy?

Queue Pwd Required’

In Name Directory?

In Company Directory?

In Blast Group?

in HUDZ

Yoicemail Enabled’

Advanced Settings

Queue Press-to-accept?
Multiple Queue calls?

Private Extension’

DTMF Mode’

Qualify’

yes (&
yes (@]
yes @]
yes O

Yisual-only Extension’ YEs

SIP Password’ |-7% 0eer )

Update Extension

NAT® I wes (default) b
I MEE83E (default)

no O
ho @

I'ID@
I'ID@

=@

yes @ o ©

yes @ o O
yes @ o ©

Extension Options

\ 4

A 4

RIEEES
7&{85% DID

5:1—H—PBX N#R( 5002 )DHRE

E{E5t DID“0312123434" [ZF{ELT=&Z (2, NER 5002 ZIFEUH T,
290312123434" %/ ELTHRIESE S

AR 5001 MW RIETHEZIIREBTESI
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3.1. F RN —/\—A~ 21— —PBX DIEHE B 55T HHFD SIP message:

B 5 RN —/N—A~A1—HF—PBX DA —H—%BIL. 1 =—9 B TRL RIEHREZRT S,
WsSIP AYE—DDBIETEEDESY

~——— -

_________ U PR —N— (B8 D |
1

- -

S gy

Il:—7
| - , .
\\ // _z=

REGISTER y L=®

\ -
From: <sip: 0000123456@xxx.xxx.xxx.xxx>tag=as04bc6a95
To: <sip: 0000123456@xxx. XXX, XXX XKX>
Call-ID: 34d61b985ef9d9¢12d819a9¢5549471f@127.0.0.1

T ———————

1 100 Trying

1 From: <sip: 0000123456@xxx.xxx.xxx.xxx>tag=as04bc6a95
I To: <sip: 0000123456@xxx. XXX XXX XXK>

! Call-ID: 34d61b985ef9d9c12d81929c5549471f@127.0.0.1

1

: 401 Unauthorized

: From: <sip: 0000123456@xxx.xxx.xxx.xxx>tag=as04bc6a95
1 To: <sip: 0000123456@xxx.xxx.xxx.xxx>tag=as245298a3

! Call-ID: 34d61b985ef9d9c12d819a9¢5549471f@127.0.0.1

:4 .................................................................

REGISTERGEAE % & # % SIP message)

From: <sip: 0000123456@xxx.xxx.xxx.xxx>tag=as2031f6e2
To: <sip: 0000123456@xxx. XXX, XXX XKX>

Call-ID: 34d61b985ef9d9c¢12d819a9¢5549471f@127.0.0.1

| SIP/2.0 100 Trying
I From: <sip: 0000123456@xxx.xxx.xxx.xxx>tag=as2031f6e2
: To: <sip: 0000123456@xxx. XXX XXX XXX>

Call-ID: 34d61b985ef9d9¢12d819a9¢5549471f@127.0.0.1

1
|< """""""""""""""""""""""""""""""""""

1

| 200 OK

I From: <sip: 0000123456@xxx.xxx.xxx.xxx>;tag=as2031f6e2
: To: <sip: 0000123456@xxx.xxx.xxx.xxx>tag=as245298a3
:<Call'ID1 34d61b985ef9d9c12d819a9¢5549471f@127.0.0.1

- -

~——— -

6: A —/\—~1—HF—PBX DIEREZZEXKT HHD SIP message

14



3. EiEH
3.1.1. PBX > GUEST

REGISTER sip:xxX.XxX.XXX.Xxxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z29hG4bK4e9b3e05;rport
From: <sip: 0000123456 @ xxx.XXX.XXX.Xxx>;tag=as04bc6a95
To: <sip: 0000123456 @ XXX. XXX XXX.XXX>

Call-ID: 34d61b985ef9d9c12d819a9¢5549471f@127.0.0.1
CSeq: 1749 REGISTER

User-Agent: Asterisk PBX

Max-Forwards: 70

Expires: 120

Contact: <sip: 0000123456@000.000.000.000>

Event: registration

Content-Length: 0

3.1.2. GUEST - PBX

SIP/2.0 100 Trying

Via:SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK4e9b3e05;received=000.000.000.000;rport=5060
From: <sip: 0000123456 @ xxx.XXX.XXX.Xxx>;tag=as04bc6a95

To: <sip: 0000123456 @ XXX. XXX XXX.XXX>

Call-ID: 34d61b985ef9d9¢12d819a9¢5549471f@127.0.0.1

CSeq: 1749 REGISTER

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip: 0000123456 @ XXX.XXX.XXX.XXX>

Content-Length: 0

3.1.3. GUEST - PBX

SIP/2.0 401 Unauthorized

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z29hG4bK4e9b3e05;received=000.000.000.000;rport=5060
From: <sip: 0000123456 @ xxx.XXX.XxX.Xxx>;tag=as04bc6a95

To: <sip: 0000123456 @ xXX.XXX.XXX.XXX>;tag=as245298a3

Call-ID: 34d61b985ef9d9c12d819a9¢5549471f@127.0.0.1

CSeq: 1749 REGISTER

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Supported: replaces

WWW-Authenticate: Digest algorithm=MD?5, realm=" ', nonce="3deff552"
Content-Length: 0
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3. EiEH
3.1.4. PBX > GUEST

REGISTER sip: XXX.XXX.XXX.Xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1db71efa;rport

From: <sip: 0000123456 @ xxx.XXX.XXX.XXX >;tag=as2031f6e2

To: <sip: 0000123456 @ XXX.XXX.XXX.XXX >

Call-ID: 34d61b985ef9d9c12d819a9¢5549471f@127.0.0.1 CSeq: 1750 REGISTER
User-Agent: Asterisk PBX Max-Forwards: 70

Authorization: Digest username="0000123456", realm=" ", algorithm=MD?5,
uri="sip: xxx.oxxxx.xxx", nonce="3deff552", response="bace343abbe8362868dba84e58d7e056", opaque=""
Expires: 120

Contact: <sip: 0000123456@000.000.000.000> Event: registration
Content-Length: 0

3.1.5. GUEST - PBX

SIP/2.0 100 Trying

Via:SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1db71efa;received=000.000.000.000;rport=5060
From: <sip: 0000123456 @ xxx.XXX.XXX.XXX >;tag=as2031f6e2

To: <sip: 0000123456 @ XXX.XXX.XXX.XXX >

Call-ID: 34d61b985ef9d9c12d819a9¢5549471f@127.0.0.1 CSeq: 1750 REGISTER

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Supported: replaces

Contact: <sip: 0000123456 @ XXX.XXX.XXX.XXX >

Content-Length: 0

3.1.6. GUEST - PBX

SIP/2.0 200 OK

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK1db71efa;received=000.000.000.000;rport=5060
From: <sip: 0000123456 @ xxx.XXX.XXX.XXX >;tag=as2031f6e2

To: <sip: 0000123456 @ xXX.XXX.XXX.XXX >;tag=as245298a3

Call-ID: 34d61b985ef9d9¢c12d819a9¢5549471f@127.0.0.1

CSeq: 1750 REGISTER

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Expires: 120

Contact: <sip: 0000123456@000.000.000.000>;expires=120

Date: Mon, 05 Jul 2010 04:20:13 GMT

Content-Length: 0
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3. IEN

3.2. A—H—PBXHIoT AR —/I\—~F{ET HLE:
B 11— —PBX AITRIEZFEES% From NVFITEET S
B From AYA D name 74— /LEDIEXBHICERETES
From: “name” <sip: BEBFBHB ST A —/N\—D IP PRLAEIZRA(E >
W SIP AytE—CDHIIETREDESY

- —-—— o e e e e e e e e e e e e e e e ———.

~.

- S 5 ! - 3
. : i play Name (& Py e I~ - i
i —%—PBX | [ ( < " _ o I Bzrg—n T AR
| 000.000.000.0 § '---\ RElEETES . hORERES 1 Toppiz ook |
-------- -()0—--""-—‘ \ // L=y - —_————— - _- B ~--""--'--l----"""-'—‘

‘. ‘.
INVITE From: "aiueo PBX" <sip10312123434@)’&x.xxx.xxx.xxx>;téé=as5dd4eaee To:
<sip: 080AAAAXXXX@XXX XXX, XXX.XXX>
Call ID #5426¢31c421e503b72515b46569f2e60@XXX. XXX. XXX. XXX
’407 Proxy Authentication Required
From: "aiueo PBX" <sip:0312123434@xxx.XXX.XXX.Xxx>;tag=asbdd4eaee
To: <sip:080AAAAXXXX@xxX.XXX.XXX.XXX>tag=as4abe0e65

Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xxx. XXX, XXX. XXX

A1
ACK |
1
|
|
|
1

g
i
o
=\

——=\¥-T--—---
WV
N |

|
Y
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
17
1
1}
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1
1

From: "aiueo PBX" <sip:0312123434@xxx.XXX.XXX.Xxx>;tag=asbdd4eaee
To: <sip:080AAAAXXXX@xXX.XXX.XXX.XXX>tag=as4abe0e65
Call-ID: 6426¢31¢421e503b72515b46569f2ee0@XXX.XXX.XXX.XXX

-
INVITEGEAEZ & & HSIP A v & —3) .
From: "aiueo PBX" <sip:0312123434@xxx.XXX.XXX.Xxx>;tag=asbdd4eaee :
|

|

[ 4!

'S

To: <sip:080AAAAXXXX@XXX.XXX.XXX.XXX>
Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xXXX. XXX XXX. XXX

100 Trying |
From: "aiueo PBX" <sip:0312123434@xxx.XXX.XXX.Xxx>;tag=asbdd4eaee :
1
|
1

B e |

F~Y

To: <sip:080AAAAXXXX@XXX.XXX.XXX.XXX>
Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xXX. XXX XXX. XXX

180 Ringing :
From: "aiueo PBX" <sip:0312123434@xxx.xxx.XxXX.xxx>;tag=asbdd4eaee :
To: <sip:080AAAAXXXX@xxX.XXX.XXX.XXX>;tag=as54380085 !
Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xXXX.XXX.XXX. XXX :

183 Session Progress

From: "aiueo PBX" <sip:0312123434@xxx.xxx.xXX.xxx>;tag=asbdd4eaee
To: <sip:080AAAAXXXX@xxX.XXX.XXX.XXX>;tag=as54380085

Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xXxXX.XXX. XXX. XXX

From: "aiueo PBX" <sip:0312123434@xxx.xxX.XXX.xxx>;tag=asbdd4eaee
To: <sip:080AAAAXXXX@xxX.XXX.XXX.XXX>tag=as54380085
Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xXX. XXX. XXX. XXX

ACK

From: "aiueo PBX" <sip:0312123434@xxx.xxX.XXX.Xxxx>;tag=asbdd4eaee cTTooo 'A' - .
To: <sip:080AAAAXXXX@xxX.XXX.XXX.XXX>tag=as54380085 : Wahx PEET D
Call-ID: 6426¢31c421e503b72515b46569f2ee0@xxXX. XXX XXX. XXX ;-5

I Y WY WY S

] 1
' BYE |
1 From: <sip:080AAAAXXXX@xxx.XxxX.XXX.Xxxx>tag=as54380085 mTT TS X
! To: "aiueo PBX" <sip:0312123434@xxx.xxX.XXX.Xxx>tag=as5dd4eaee | BEEE R T95
1 Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xxX.XXX.XXX. XXX -~
10 [ --— - m - oo e e

|

1

1

I

|

i

i
200 OK !
From: <sip:080AAAAXXXX@xxx.XXX.XXX.Xxx>tag=as54380085 |
To: "aiueo PBX" <sip:0312123434@xxx.XxxX.XxX.xxx>;tag=asbdd4eaee :

|

1 Call-ID: 6426¢31¢421e503b72515b46569f2ee0@xXX. XXX.XXX. XXX
- - R L O O D D L D Y D e O A R L - >
1
1
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3. EiEH
3.2.1. PBX > GUEST

INVITE sip:080AAAAXXXX@xxxX.XXX.XXX.xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK17bf4505;rport
From: "aiueo PBX" <sip:0312123434@xxX.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX. XXX XXX XXX>

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Date: Fri, 02 Jul 2010 03:05:26 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Content-Type: application/sdp Content-Length: 267

v=0

o=root 22702 22702 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 18572 RTP/AVP 0 8 3 101
a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=rtpmap:3 GSM/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

3.2.2. GUEST - PBX

SIP/2.0 407 Proxy Authentication Required

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK17bf4505;received=000.000.000.000;rport=5060

From: "aiueo PBX" <sip:0312123434@ xxx.XXX.XXX.Xxx>;tag=as5dd4eaee

To: <sip:080AAAAXXXX @ XXX.XXX.XXX.XXx>;tag=as4abe0e65

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Supported: replaces

Proxy-Authenticate: Digest algorithm=MD5, realm=" 1 ", nonce="23a44cfd"
Content-Length: 0
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3. EiEH
3.2.3. PBX - GUEST

ACK sip:080AAAAXXXX @ xxX.XXX.XXX.XxX SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK17bf4505;rport
From: "aiueo PBX" <sip:0312123434@xxX.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX.XXX.XXX.Xxx>;tag=as4abe0e65

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 102 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0

3.2.4. PBX - GUEST

INVITE sip:080AAAAXXXX@xxxX.XXX.XXX.xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK4fc267d7;rport
From: " aiueo PBX " <sip:0312123434 @ xxx.XxX.XxX.xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX.XXX.XXK.XXX>

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Proxy-Authorization: Digest username="0000123456", realm="
algorithm=MD5, uri="sip:080AAAAXXXX@ xxx.xxX.xxx.xxx", nonce="23a44cfd",
response="cc6c5a668cbd435dee31c767981ff710", opaque=""

Date: Fri, 02 Jul 2010 03:05:26 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Content-Type: application/sdp Content-Length: 267

v=0

o=root 22702 22703 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 18572 RTP/AVP 0 8 3 101
a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=rtpmap:3 GSM/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -
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3. EiEH
3.2.5. GUEST - PBX

SIP/2.0 100 Trying

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK4fc267d7;received=000.000.000.000;rport=5060
From: "aiueo PBX" <sip:0312123434@ xxx.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX. XXX XXX XXX>

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX.XXX.XXX.XXX>

Content-Length: 0

3.2.6. GUEST - PBX

SIP/2.0 180 Ringing

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK4fc267d7;received=000.000.000.000;rport=5060
From: "aiueo PBX" <sip:0312123434@ xxx.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX.XXx>;tag=as54380085

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX.XXX.XXX.XXX>

Content-Length: 0
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3. EiEH
3.2.7. GUEST - PBX

SIP/2.0 183 Session Progress

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK4fc267d7;received=000.000.000.000;rport=5060

From: " aiueo PBX" <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX.XXX>;tag=as54380085

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX.XXX.XXX.XXX>

Content-Type: application/sdp

Content-Length: 242

v=0

0=root 4414 4414 IN IP4 XXX.XXX.XXX.XXX
s=session

C=IN IP4 XXX XXX XXX. XXX

t=00

m=audio 18922 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

a=ptime:20

a=sendrecv
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3. EiEH
3.2.8. GUEST - PBX

SIP/2.0 200 OK

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK4fc267d7;received=000.000.000.000;rport=5060

From: " aiueo PBX " <sip:0312123434@xxx.XXX.XXX.Xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX.XXX>;tag=as54380085

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX.XXX.XXX.XXX>

Content-Type: application/sdp

Content-Length: 242

v=0

0=root 4414 4415 IN IP4 XXX.XXX.XXX.XXX
s=session

C=IN IP4 XXX XXX XXX. XXX

t=00

m=audio 18922 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

a=ptime:20

a=sendrecv

3.2.9. PBX - GUEST

ACK sip:080AAAAXXXX @ xxX.XXX.XXX.Xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK6c101c7f;rport
From: " aiueo PBX " <sip:0312123434 @ xxx.xxx.xxx.xxx>;tag=as5dd4eaee
To: <sip:080AAAAXXXX @ XXX XXX XXX.XXx>;tag=as54380085

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 103 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0
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3. EiEH
3.2.10. GUEST - PBX

BYE sip:0312123434@000.000.000.000 SIP/2.0

Via: SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=z29hG4bK166bf514;rport
From: <sip:080AAAAXXXX @ xxx.XxX.XXX.xxx>;tag=as54380085

To: "aiueo PBX" <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as5dd4eaee
Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 102 BYE

User-Agent: Asterisk PBX Max-Forwards: 70

Content-Length: 0

3.2.11. PBX - GUEST

SIP/2.0 200 OK Via:SIP/2.0/UDP

XXX XXX XXX XXX :5060;branch=z29hG4bK166bf514; received=xxx.xxx.xxx.xxx;rport=5060
From: <sip:080AAAAXXXX @ xxx.XXX.XXX.xxx>;tag=as54380085

To: " aiueo PBX " <sip:0312123434 @ xxX.XXX.XXX.Xxx>;tag=as5dd4eaee
Call-ID: 6426¢c31c421e503b72515b46569f2ee0 @ XXX . XXX.XXX. XXX

CSeq: 102 BYE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Contact: <sip:0312123434@000.000.000.000>

Content-Length: 0

X-Asterisk-HangupCause: Normal Clearing
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3. IEN

3.3.2—Y—PBX MO RIERIZ. FELHFELIZH1-HE D SIP message:

B 21— —PBX MoRELLEIC. BEENBLRLBEIC. AN —/—H5 2—F—PBX ~
486 Busy Here Ayt—UMNEESND

B 31— —PBX MoRERIC. FEENBLPISIIBED SIP Ay E—C DRI TEROESY

----------------

S —— 1 __________ e f ______________________
i o—H%—PBX { T I°77% S B R B
i 000.000.000.0 i :__%_ _ﬁ% _: : REEES | : IP7RL X I ] XXX.XXX.XXX.XXX
--------- .OIOF.-__--—-—‘ \\ ] -y ——m—==l- P =1 '-~----_-__I__-__----—‘
U /.7 ’.”
INVITE \ ’” ’”

1
1
From: "aiueo PBX" <sip:0312123434@xxx.XXX.XXX.XXx>;tag=as48ac6d56 :
To: <sip:0312123434@xXX.XXX. XXX XXX> |
Call-ID: 1443bb69616709ff719769¢cc61d28ce0@xxx. XXX . XXX. XXX :

1

1
407 Proxy Authentication Required :
From: "aiueo PBX" <sip:0312123434@xxx.XxX.XXX.Xxx>;tag=as48ac6d56 :
To: <sip:0312123434@xxx.xxX.XXX.Xxx>;tag=as291aca90 1
Call-ID: 1443bb69616709ff719769cc61d28ce0@xxxX. XXX . XXX. XXX :

ACK
From: "aiueo PBX" <sip:0312123434@xxx.xxX.XXX.XXxX>;tag=as48ac6d56

To: <sip:0312123434@xxx.xxX.XXX.Xxx>;tag=as291aca90
Call-ID: 1443bb69616709ff719769cc61d28ce0@xxxX. XXX. XXX. XXX

i |

r
1
| INVITEGRE% & 5 INVITE A &+ — )

: From: "aiueo PBX" <sip:0312123434@xxx.xxXX.XXX.xxx>;tag=as48ac6d56
: To: <sip:0312123434@xXX.XXX. XXX XXX>

| Call-ID: 1443bb696167091f719769¢cc61d28ce0@xxX.XXX.XXX. XXX

'

1

1

1

1

1

1

1

100 Trying

From: "aiueo PBX" <sip:0312123434@xxx.xxX.XXX.XxXx>;tag=as48ac6d56
To: <sip:0312123434@xXX.XXX. XXX XXX>

Call-ID: 1443bb69616709ff719769cc61d28ce0@xxX.XXX. XXX. XXX

U AU

SIP/2.0 486 Busy Here

From: "aiueo PBX" <sip:0312123434@xxx.xxX.XXX.XxXx>;tag=as48ac6d56
To: <sip:0812123434@xxx.xxx.XxX.Xxx>;tag=as715c3che

Call-ID: 1443bb69616709ff719769cc61d28ce0@xxx. XXX . XXX. XXX

ACK

From: "aiueo PBX" <sip:0312123434@xxx.xxX.XXX.XXxX>;tag=as48ac6d56
To: <sip:0312123434@xxx.xxx.XxX.Xxxx>;tag=as715c3che

Call-ID: 1443bb69616709ff719769cc61d28ce0@xxxX. XXX . XXX. XXX

_________§________K

SR |

8: A —H—PBX ML FEIERIC, FIEEMNE LR o5 E D SIP message
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3. EiEH
3.3.1. PBX - GUEST

INVITE sip:0312123434 @ xxx.XxX.XXX.Xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9nhG4bK63c44c39;rport
From: "aiueo PBX" <sip:0312123434@ xxxX.XXX.XXX.XXX>;tag=as48ac6d56
To: <sip:0312123434 @ XXX. XXX XXK.XXX>

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ xXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Date: Tue, 06 Jul 2010 10:09:37 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Content-Type: application/sdp Content-Length: 267

v=0

o=root 22702 22702 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 14646 RTP/AVP 0 8 3 101
a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=rtpmap:3 GSM/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

3.3.2. GUEST- PBX

SIP/2.0 407 Proxy Authentication Required

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK63c44c39;received=000.000.000.000;rport=5060

From: " aiueo PBX " <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as48ac6d56

To: <sip:0312123434 @ xxX.XXX.XXX.Xxx>;tag=as291aca90

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ XXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Supported: replaces

Proxy-Authenticate: Digest algorithm=MD5, realm=" 1 ", nonce="15a6e863"
Content-Length: 0
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3. EiEH
3.3.3. PBX - GUEST

ACK sip:0312123434@ xxx.XXX.Xxx.xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9nhG4bK63c44c39;rport
From: "aiueo PBX" <sip:0312123434@ xxX.XXX.XXX.XXX >;tag=as48ac6d56
To: <sip:0312123434 @ xxX.XXX.XXX.XXX >;tag=as291aca90

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ xXX.XXX.XXX. XXX

CSeq: 102 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0

3.3.4. PBX->GUEST

INVITE sip:0312123434 @ xxx.xxx.xxx.xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=29hG4bK1c6e5fcc;rport
From: " aiueo PBX " <sip:0312123434 @ xxx.XXX.XXX.XXX >;tag=as48ac6d56
To: <sip:0312123434 @XXX.XXX.XXX.XXX>

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ xXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Proxy-Authorization: Digest username="0000123456", realm="
algorithm=MD5, uri="sip:0312123434 @ xxx.xxx.xxx.xxx ", nonce="15a6e863",
response="54ebd3bdb5bab4b621f55fbd3ffe5e0b", opaque=""

Date: Tue, 06 Jul 2010 10:09:37 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Content-Type: application/sdp

Content-Length: 267

v=0

o=root 22702 22703 IN IP4 000.000.000.000
s=session

c=IN 1P4 000.000.000.000

t=00

m=audio 14646 RTP/AVP 0 8 3 101
a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=rtpmap:3 GSM/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -
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3. EiEH
3.3.5. GUEST-> PBX

SIP/2.0 100 Trying

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1c6e5fcc;received=000.000.000.000;rport=5060
From: " aiueo PBX " <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as48ac6d56
To: <sip:0312123434 @ XXX. XXX XXK.XXX>

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ xXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:0312123434 @ XXX.XXX.XXX.XXX>

Content-Length: 0

3.3.6. GUEST - PBX

SIP/2.0 486 Busy Here

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1c6e5fcc;received=000.000.000.000;rport=5060
From: " aiueo PBX " <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as48ac6d56

To: <sip:0312123434 @ xxX.XXX.XXX.XXX>;tag=as715c3c5e

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ XXX.XXX.XXX. XXX

CSeq: 103 INVITE

User-Agent: Asterisk PBX

Contact: <sip:0312123434 @ XXX.XXX.XXX.XXX>

Content-Length: 0

3.3.7. PBX - GUEST

ACK sip:0312123434@ xxx.XXX.Xxx.xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK1c6e5fcc;rport
From: " aiueo PBX " <sip:0312123434 @ xxx.XXX.XXX.Xxx>;tag=as48ac6d56
To: <sip:0312123434 @ xxX.XXX.XXX.XXX>;tag=as715c3c5e

Contact: <sip:0312123434@000.000.000.000>

Call-ID: 1443bb69616709ff719769cc61d28ce0 @ XXX. XXX.XXX. XXX

CSeq: 103 ACK

User-Agent: Asterisk PBX Max-Forwards: 70

Content-Length: 0
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3. IEN

3.4. FRAMN—N—MS51—H—PBXABFIETHLE:

B TRAM—N—DEEEEFEESE To ANYF & Alert-info N ITERTET S
To: <sip:EE L EBREES@1—H—PBXIP PRLR>
B SIPAYE—DUDHIETEREDESY

——

——

— 3 —
i a2—%—PBX | i~ 7""7% T i TAMY—S—
E 000.000.000.0 i l; I : OgfE i XXX.XXX.XXX.XXX
__________________ - ——-- S —— R
il / /l/ \ " 1
:INVITE 1 \ P——————— Loom
1 From: "OSOAIAAAXXXX” <sip: OSOAAAAXXXX@XXX xxx.xxx.xxx>tag=asldddca7a To: ’7-7(“{_' D
| <sip:0312345678@000.000.000.000> fmmmmio,PTELZ
1 | Call ID: 490e49cf2141339f0007e5ce47d80dd 1@xxx. xxx. XXX. XXX === " _:
' ! PBX®) !
100 Teying fmesc=s=sszz==oZZZIZIIIIIIIII PFRLR
I From: "080AAAAXXXX" <sip: 0-86A-A-AAXXXX@XXX xxx.xxx.xxx>tag=asldddca7a To: ~~~ "~~~ " " T1° "
<Slp :0312345678@000.000.000.000> :
5 L‘Ea_“;IP:%999492@1_4}?:3_9’{0997_9?6_6%7_‘1?(@91@X§§-§§X-.X§§-§X§ _____________________ -
| :
1 200 OK :
' From: "080AAAAXXXX" <sip:080AAAAXXXX@xxx.xxx.xxX.xxx>tag=as1dddca7a :
| To: <sip:0312345678@000.000.000.000>;tag=asb77af7ce 1
. | Call-ID: 490e49¢f2141339f0007e5ce47d80dd I@xxx. XXX XXX. XXX >:
3T I
i I
| ACK i Sl
: From: "080AAAAXXXX" <sip:080AAAAXXXX@xxx.xxx.xxx.xxx>tag=as1ldddca7a | BEEFFBTS :
1 To: <sip:0312345678@000.000.000.000>;tag=as577af7ce S |
| Call-TD: 490e49cf2141339f0007e5ce47d80dd 1@xxx. XxX. XXX, XXX T |
4 - - - o m oo m o - ———------ palialalelalalalalal kb il
| :
| BYE T TTTTTTT !
- From: <sip:0312345678@000.000.000.000>;tag=as577af7ce | BEERTIS |
1 | To: "080AAAAXXXX" <sip:080AAAAXXXX@xxx.xxx.xxX.xxx>tag=as1dddca7a ":_—-; ————— q---!
5 | Call-ID: 490e49cf2141339f0007e5ce47d80dd 1@xxx. XXX XXX. XXX T >:
| :
| 200 OK |
: From: <sip:0312345678@000.000.000.000>;tag=asb577af7ce :
| To: "080AAAAXXXX" <sip:080AAAAXXXX@xxx.xxx.xxX.xxx>tag=as1ldddca7a |
g 1GAIID: 490e49cf2141380f0007e5eed 7d80dd1 @ soo 00X __________1

9: AN —/IN\—HIE1—H—PBXABETAHD SIP Ayvt—
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3. EiEH
3.4.1. GUEST->PBX

INVITE sip: 0312345678@000.000.000.000 SIP/2.0

Via: SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=29hG4bK546aldef;rport
From: "080AAAAXXXX" <sip:080AAAAXXXX@XXX.XXX.XXX.XXx>;tag=asldddca7a
To: <sip: 0312345678 @000.000.000.000>

Contact: <sip:080AAAAXXXX @ XXX.XXX.XXX.XXX>

Call-ID: 490e49cf2141339f0007e5ce47d80dd1 @ xXX.XXX.XXX.XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX Max-Forwards: 70

Date: Fri, 02 Jul 2010 05:41:33 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

X-Asterisk-Guest-Tag: 00008

X-Asterisk-Guest-Uniqueid: 1278049293.36

Alert-info: 0312345678

Content-Type: application/sdp

Content-Length: 242

v=0

0=root 4414 4414 IN IP4 XXX.XXX.XXX.XXX
s=session

C=IN IP4 XXX XXX.XXX. XXX

t=00

m=audio 15224 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

a=ptime:20

a=sendrecv

3.4.2. GUEST<PBX

SIP/2.0 100 Trying

Via:SIP/2.0/UDP

XXX XXX XXX XXX :5060;branch=z29hG4bK546aldef;received=xxx.xxx.xxx.xxx;rport=5060
From: "080AAAAXXXX" <sip:080AAAAXXXX @ xxX.XXX.XXX.Xxx>;tag=asldddca7a
To: <sip:0312345678@000.000.000.000>

Call-ID: 490e49cf2141339f0007e5ce47d80dd1 @ xXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Contact: <sip:0312345678@000.000.000.000>

Content-Length: 0
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3. EiEH
3.4.3. GUEST <PBX

SIP/2.0 200 OK
Via:SIP/2.0/UDP

XXX XXX XXX XXX :5060;branch=z29hG4bK546aldef;received=xxx.xxx.xxx.xxx;rport=5060

From: "O80AAAAXXXX" <sip:080AAAAXXXX @ xxX.XXX.XXX.Xxx>;tag=asldddca7a
To: <sip:0312345678@000.000.000.000>;tag=as577af7ce

Call-ID: 490e49cf2141339f0007e5ce47d80dd1 @ xXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Contact: <sip:0312345678@000.000.000.000>

Content-Type: application/sdp

Content-Length: 220

v=0

o=root 22702 22702 IN 1P4 000.000.000.000
s=session

c=IN IP4 000.000.000.000

t=00

m=audio 18182 RTP/AVP 0 101

a=rtpmap:0 PCMU/8000

a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

3.4.4. GUEST ->PBX

ACK sip:0312345678@000.000.000.000 SIP/2.0

Via: SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=29nhG4bK3afc8626;rport

From: "080AAAAXXXX" <sip:080AAAAXXXX @ xxx.XXX.XXX.Xxx>;tag=asldddca7a
To: <sip:0312345678@000.000.000.000>;tag=as577af7ce

Contact: <sip:080AAAAXXXX @ XXX.XXX.XXX. XXX>

Call-ID: 490e49cf2141339f0007e5ce47d80dd1 @ xXX.XXX.XXX. XXX

CSeq: 102 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0
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3. EiEH
3.4.5. GUEST <PBX

BYE sip:080AAAAXXXX @ xxX.XXX.XXX.Xxx SIP/2.0

Via: SIP/2.0/UDP 000.000.000.000:5060;branch=z29hG4bK5b3130a7;rport
From: <sip:0312345678@000.000.000.000>;tag=as577af7ce

To: "080AAAAXXXX" <sip:080AAAAXXXX @ xxx.xxX.XxX.xxx>;tag=asldddca7a
Call-ID: 490e49cf2141339f0007e5ce47d80dd1 @ xxX.XXX.XXX. XXX

CSeq: 102 BYE

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0

3.4.6. GUEST ->PBX

SIP/2.0 200 OK

Via:SIP/2.0/UDP 000.000.000.000:5060;branch=z9hG4bK5b3130a7;received=000.000.000.000;rport=5060
From: <sip:0312345678@000.000.000.000>;tag=as577af7ce

To: "080AAAAXXXX" <sip:080AAAAXXXX @ xxx.xxX.XxX.xxx>;tag=asldddca7a
Call-ID: 490e49cf2141339f0007e5ce47d80dd1 @ xxX.XXX.XXX. XXX

CSeq: 102 BYE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

Contact: <sip:080AAAAXXXX @ XXX.XXX.XXX.XXX>

Content-Length: 0
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3. BrER
35. A—H—PBX NDEERIZ, BIELMNELII-/-15E D SIP message:

B 21— —PBXEITEELEDABRIHERNT N TELFE>BEIC. —F—PBX A5
AR —/3—ABUSY Ayt—UFEIET S,
B 31— —PBX~NDEERIC. BELAMNELREZSIGED SIP Ayvt—CDBIIETROE Y

----------------

S —— 3 S ——
1 1
2 —H#—PBX | —------ | :-__I;I;X-O;__-: i TA MY —
. . . i B N T I ] | XXX.XXX.XXX.XXX
~--9.0_(_)_?00 0_?_0__0.-——' ! _ %1?_%_ _' I PPRLR REHFERE S
Ly ¥ LT o - 1
1 4 PR i
'INVITE ; PPt R Lo--
1 From: "034590,)846" <sip:034/400846@xxx.xxx.xxx.xxx>tag=as0f1a5f0c _ J' TR f**jl—/ \D
| To: <sip:0312345678@000.000.000.000> fmmmmiT,PTELZ
1 1 Call-ID: 12a4d60711e0817d731834f474d958b0@xxX. XXX XXX . XXX ~===" "~ 1
[ Bl -
|
1
1 100 Trying

! From: "0345900846" <s1p:0345900846@xxx.xxx.XxX.Xxx>tag=as0f1a5f0c
1 To: <s1p:0312345678@000.000.000.000>

1
1
1
1
1
1
1
1
-------------------------------------------------------- !
1 1
1 1
: 486 Busy Here :
: From: "0345900846" <sip:0345900846@xxx.xxx.xxx.xxx>;tag=as0f1a5f0c :
1 To: <sip:0312345678@000.000.000.000> 1
: Call-ID: 1aa4d60711e0817d731834f474d958b0@xxx.XXX.XXX.XXX :
3 M~ m """ T T T T T T T T T T S m oo ——————---- >
1 1
1 1
| ACK :
: From: "0345900846" <sip:0345900846@xxx.xxx.xxX.xxx>tag=as0f1a5f0c :
1 To: <sip:0312345678@000.000.000.000> |
: Call-ID: 6dd7b12f1438e1572cae057f274419e6@000.000.000.000 :
O o e e e it

10: 1—H—PBX ~NDEEFFIZ. BELNEL B Zo1=HE D SIP message
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3. EiEH
3.5.1. GUEST - PBX

INVITE sip:0312345678@000.000.000.000 SIP/2.0

Via:SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=29nhG4bK0b7fb7b8;rport
From:"0345900846"<sip:0345900846 @ xxx.XxX.XxX.xxx>;tag=as0f1a5f0c
To: <sip:0312345678@000.000.000.000>

Contact: <sip:034590084 6 @ XXX.XXX.XXX.XXX>

Call-ID: 1aa4d60711e0817d731834f474d958b0 @ XXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Max-Forwards: 70

Date: Fri, 09 Jul 2010 02:27:46 GMT

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY
Supported: replaces

X-Asterisk-Guest-Tag: 00024

X-Asterisk-Guest-Uniqueid: 1278642466.508

Alert-info: 0312345678

Content-Type: application/sdp

Content-Length: 242

v=0

0=root 4414 4414 IN IP4 XXX.XXX.XXX.XXX
s=session

C=IN IP4 XXX XXX.XXX. XXX

t=00

m=audio 10408 RTP/AVP 0 101
a=rtpmap:0 PCMU/8000
a=rtpmap:101 telephone-event/8000
a=fmtp:101 0-16

a=silenceSupp:off - - - -

a=ptime:20

a=sendrecv

3.5.2. PBX - GUEST

SIP/2.0 100 Trying Via: SIP/2.0/UDP

XXX XXX XXX XXX :5060;branch=z29hG4bK0b 7fb7b8; received=xxx.xxx.xxx.xxx;rport=5060
From: "0345900846" <sip:0345900846 @ xxx.xxx.xxx.xxx>;tag=as0f1a5f0c

To: <sip:0312345678@000.000.000.000>

Call-ID: 1aa4d60711e0817d731834f474d958b0 @ XXX.XXX.XXX. XXX

CSeq: 102 INVITE

User-Agent: Asterisk PBX

Allow: INVITE, ACK, CANCEL, OPTIONS, BYE, REFER, SUBSCRIBE, NOTIFY

Contact: <sip:0312345678@000.000.000.000>

Content-Length: 0
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3. EiEH
3.5.3. PBX > GUEST

SIP/2.0 486 Busy Here
Via: SIP/2.0/UDP

XXX XXX XXX XXX :5060;branch=z29hG4bK0b 7fb7b8; received=xxx.xxx.xxx.xxx;rport=5060

From: "0345900846" <sip:0345900846 @ xxx.xxx.xxx.xxx>;tag=as0f1a5f0c
To: <sip:0312345678@000.000.000.000>

Call-ID: 1aa4d60711e0817d731834f474d958b0 @ XXX.XXX.XXX. XXX

CSeq: 102 INVITE

Contact: <sip:0312345678@000.000.000.000>

Content-Length: 0

3.5.4. GUEST- PBX

Transmitting (NAT) to GUEST

ACK sip: 0312345678 @xxX.XXX.XXX.xxx SIP/2.0

Via:SIP/2.0/UDP xxx.xxx.xxx.xxx:5060;branch=29hG4bK0b7fb7b8;rport
From:"0345900846"<sip:0345900846 @ xxx.XxX.XxX.xxx>;tag=as0f1a5f0c
To: <sip:0312345678@000.000.000.000>

Contact: <sip:0345900846@000.000.000.000>

Call-1D: 6dd7b12f1438e1572cae057f274419e6@000.000.000.000
CSeq: 102 ACK

User-Agent: Asterisk PBX

Max-Forwards: 70

Content-Length: 0
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